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AMENDMENTS TO THE CLAIMS 

This listing of claims replaces all prior versions and listings of claims in the application: 
Listing of Claims 

1. (Canceled) 

2. (Currently Amended) The method according to claim 5, further 
comprising utilizing the circuit switched call to provide the one or more conversational 
bearers. 

3. (Previously Presented) The method according to claim 2, further 
comprising utilizing the packet switched session to provide non-conversational bearers 
established over said IP based packet switched network. 

4. (Canceled) 

5. (Currently Amended) A method of setting up a session between first 
and second peer user terminals of a communication system, wherein at least one of the 
peer user terminals is a dual-mode mobile terminal having access to an Internet 
Protocol (IP) based pa cket switched network and a circuit switched access network- 
said session extending at least in p art across the circuit switched access network, the 
method comprising the steps of: 

e stablishing a packot owitch e d soosion b o tw oo n the poor user termina l s via an 
I nternet Protocol, IP, transporting s ignaling to initiate the session via the IP based 
packet switched acc e ss network using a call control protocol which is also used for 
setting up end-to-end packet switched sessions, wh e roin the st o p of establishing a 
packet sw i tched soosion inc l udes uti li zing the signaling being Session Initiation 
Protocol , SIP, (SIP) signa ling exchanged between at loast one of tho poor user 
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t e rminate the dual m ode mobile terminal and a SIP server of an IP Multimedia Core 
Network Subsystem (IMS); 

roooivina a oossion initiation rngn n nt ->t thn <?ip rorvpr, paid scccion initiation 
r e quest including a circuit switohod telephon e numb e r and roqu o sting e stabl i shment of 
at loast ono circuit sw i tched conversat i ona l boaror; 

associating tho packet switched soocion with th o circuit switohod tolophono 
number' 

tho SIP sorvor notify i ng a gateway sorvor of tho roquost to establish tho c i rcu i t 
switohod conversational boaror; and 

th e gateway server s o tt i ng up a c i rcu i t switched cal l botwoon tho p oo r us o r 
t e rminals in paral l e l with tho packet switohod se s s ion. 

sending a notification from the S IP server to a gateway server that one or more 
conversational bearers must be established , the gateway server terminating the circuit 
switched session within the system: 

after notificatio n from the SIP server, sending from the gateway server to the 
dual-mod e mobile terminal, a callback telephone number: and 

calling the callb ack telephone number by the dual-mode mobile terminal to 
establish a circuit switched call with the gateway server. 

6. (Canceled) 

7. (Previously Presented) The method according to claim 5, wherein said 
SIP server and said gateway server are co-located. 

8. (Previously Presented) The method according to claim 5, wherein the 
gateway server provides interworking between the circuit switched call and the packet 
switched session. 

9. (Canceled) 
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10. (Previously Presented) The method according to claim 9, wherein at 
least one peer user terminal is notified of the callback telephone number via the SIP 
server. 

11. (Previously Presented) The method according to claim 10, wherein the 
gateway server maps the established circuit switched call to the packet switched 
session based on the callback telephone number. 

12. (Previously Presented) The method according to claim 9, wherein the 
gateway server selects the callback telephone number from a pool of available callback 
numbers. 

13. (Previously Presented) The method according to claim 5, further 
comprising determining by the SIP server that the packet switched session requires 
setting up a circuit switched call as a result of one or more of the following: 

properties of the system known to the SIP server; 
prior notification by at least one of the peer user terminals; 
information contained in the SIP signaling initiating the packet switched session; 
properties defined for at least one of the peer user terminals; 
prior notification from a visited network if one of the peer user terminals is 
roaming; and 

prior notification from the packet switched access network used by one of the 
peer user terminals. 

14. (Canceled) 

15. (Canceled) 

16. (Currently Amended) A Session Initiation Protocol (SIP) server for use in 
an Internet Protocol;—^ (IP) Multimedia Core Network Subsystem, the server 
comprising: 
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means for receiving an INVITE request from a dual-mode user terminal, over an 
IP based packet switched domain, initiating a packet switched session; 

means for determining that the packet switched session requires setting up of at 
least one circuit switched conversational bearer over a circuit switched access network 
serving the dual-mode user terminal : and 

moans for causing th o at l oast ono circuit switched oonvoroational boar e r to bo 
set up in paral l el with the packet switch e d ooscion. 

means for sen ding a notification from the SIP server to a gateway server that one 
or more conversational bearers must be established, the gateway server terminating the 
circuit switched session within the system: and 

means for rec eiving a callback telephone number from the gateway server and 
for forwarding the callback number to the dual-mode terminal. 

1 7. (Currently Amended) A gateway server for providing an interface between 
a circuit switched access network and a packet switched network, the gateway server 
having an interface towards a Session Initiation Protocolr-SU^ (SIP) server of an 
Internet Protocolr-Pr 0P) Multimedia Core Network Subsystem, said gateway server 
comprising: 

means for receiving from the SIP server, signaling instructing the setting up of a 
circuit switched call over the circuit switched access network with a dual-mode user 
terminal; and 

m e ans for sotting up tho c i rcuit switch e d ca ll in parallel with a pack e t sw i tched 

means for sending a callbac k number to the dual-mode user terminal in response 
to receipt of the signaling: and 

means for terminating a call mad e to the callback number bv the dual-mode user 
terminal. 

18-21. (Canceled) 
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